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	Key Feature 

	3-Way Call：Use as Conference Call 

3 Account Numbers：This Phone can register 3 SIP accounts at the same time 

Call forward Function：All Forward/ Busy Forward/ No Answer 

Massage Light：The Phone have massage light, but need to match with IP PBX 

Inserts dials：During the calling, you can hear the insert dial sound if have the other call coming 




	Features 

	Support SIP protocol

Support Codec G.711 / G.723.1 / G.726 / G.729A / G.729B VAD and CNG

LCD Display with Date, Time, and Call Status

3-Way Conference Call

Call Features: Call Forward, Call Transfer, Call Waiting/Hold/Mute

Speed Dial: up to 10 numbers

Phone Book: up to 140 numbers

Dial Plan Setting

Hotline Setting

Call Log: up to 64 entries

Do Not Disturb (DND) Setting: All / By Time / Duration

Volume Adjustment for Ringer, Handset, and Speakerphone

Four Types of Melody Ring tone

Clock Alarm Setting

Web Browser and Keypad Configurations

Embedded NAT/DHCP Server

PPPoE/DHCP Client for Dynamic IP plus NAT, DNS, and DDNS Clients

Firmware Upgrade by HTTP / TFTP Server

Support Auto Provision By TFTP/ HTTP / FTP Server

Support Call Pickup with Asterisk Open Source IP PBX

Support PPTP VPN (option)



	Hardware Characteristics 

	WAN Port: RJ45 with 10Mbps/100Mbps auto sensing

LAN Port: RJ45 with 10Mbps/100Mbps auto sensing

LCD Size: 2*16 with backlight

LED Indicators: REG for SIP registration, VMS for Voice Mail

Function keys: 26 function keys plus standard keys 0-9, #,_

PSTN port: RJ11 (for VP306-O FXO port only)

Headset port: RJ11 (for VP306-H only)

Power Over Ethernet Feature: power adaptor is not required (for VP306-P only)

Power Supply: Input: 100-240VAC 50/60Hz, Output: 9-12VDC / 1A

Power Plug: US/Euro/UK/Australian style available

Phone Body Color: White & Gray

Operational Temperature: 0 to +40°C

Storage Temperature: -10 to +50°C

Relative Humidity: 10-90% non-condensing

Compliance: FCC/CE/LVD

Warranty: One year hardware

Shipping Carton: 10 pieces per carton



	Specification 

	Network Protocol 
	Tone 

	SIP v1 (RFC2543), v2 (RFC3261)

IP/TCP/UDP/RTP/RTCP

IP/ICMP/ARP/RARP/SNTP

TFTP Client/DHCP Client/ PPPoE Client

Telnet/HTTP Server

DNS Client

VLAN Setting

DMZ Setting

Virtual Server

MAC Clone Setting
	Ring Tone

Ring Back Tone

Dial Tone

Busy Tone

Programmable Tones for Different Countries

	
	Phone Function 

	Codec 
	Volume Adjustment

Speed dial, Phone book

Redial / Hold / Transfer

Speaker Phone

Call Log

	G.711: 64k bit/s (PCM)

G.723.1: 6.3k / 5.3k bit/s

G.726: 16k / 24k / 32k / 40k bit/s (ADPCM)

G.729A: 8k bit/s (CS-ACELP)

G.729B: G.729 with VAD & CNG
	

	
	IP Assignment 

	
	Static IP

DHCP

PPPoE

	Voice Quality 
	

	VAD: Voice activity detection
CNG: Comfortable noise generator

LEC: G.165/168 Line echo canceller

Packet Loss Compensation

Adaptive Jitter Buffer
	Security 

	
	HTTP 1.1 authentication for Web setup

MD5 for SIP authentication (RFC2069 / RFC2617) 

	
	QoS 

	Call Function 
	802.1Q / Tag

	Call Hold

Call Waiting

Call Forward

Caller ID Display

3-Way Conference
	NAT Traversal 

	
	STUN 

	
	Configuration 

	DTMF Function 
	Web Browser

Keypad

Auto Configuration by TFTP/HTTP/FTP Server

	In-Band DTMF

Out-of Band DTMF

SIP Info
	

	
	Firmware Upgrade 

	SIP Server 
	

	3 Registrar Servers (three SIP accounts)

Outbound Proxy
	Local HTTP

TFTP


